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dial-peer voice X pots
application mgcpapp

XX : X TFCisco IOSEEMA12.3(7)THESMA , T8 Fapplication mgcpapp v R A T X #F
PRIE{EHIPOTSH &3 4%,

FEXMERT |, Cisco IOSMXAVIEHIA ELERRLUTHHERER
*Mar 1 20:41:58.571: YCALL_CONTROL- 6- APP_NOT_FOUND,

Application ngcp in dial-peer 10 not found.
Handing callid 13 to the alternate app.

X : XIFCisco IOSEMFIRA12.4(8c)RE B , B Aapplication mgcpappis AT

EXMERT |, Cisco IOSHxWZHI A LLERREUTHESEHE ¢

War ni ng: This command has been deprecated and will be autonmatically
converted to the follow ng:
servi ce ngcp
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R Cisco CallManagerZBFi&1AE , BiEAUAFEARE TR ASR[HTHWLE, HHIUTE
—fERat , BiEEH ASRSTES :

- Bdh 3 R Cisco CallManagerfd WANSE 2§ 1 7T o
. ECisco CallManagerfViE#ZEE %,
SRST AW 2 X HL#9  #Y 88 i FE WAN§E 3% 8238 = 88, i% 1] LA X @ Cisco CallManageriEfif 2 GBIk £2 1=
1To
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¥} FCisco IOSEHFRRA12.3(13) TR EARARA :

R(confi g)#call application alternate default

34 FCisco IOSEHRRA12.3(14) TR E SRS :

R(confi g) #application
R(confi g- app) #global
R(confi g- app- gl obal ) #service alternate Default

WMRMGCPR AT , NFIANAEE,
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*Mar 1 20:53:33.511: |SDN Sel/0:15 Q31: RX <- SETUP pd
= 8 callref = Ox000A
Bearer Capability i = 0x8090A3
Standard = CCTT
Transer Capability = Speech
Transfer Mode = Circuit
Transfer Rate = 64 kbit/s
Channel IDi = 0xA98381
Excl usi ve, Channel 1
Calling Party Number i = 0x00, OxA2, '5000'
Pl an: Unknown, Type: Unknown
Call ed Party Number i = OxCl, '5002'
Pl an: | SDN, Type: Subscri ber (1 ocal)
*Mar 1 20:53:33.543: |SDN Sel/0:15 Q31: TX ->
CALL_PROC pd = 8 callref = 0x800A
Channel IDi = 0xA98381
Excl usi ve, Channel 1
*Mar 1 20:53:33.543: | SDN Sel/0:15 Q31: TX -> CONNECT
pd = 8 callref = 0x800A
*Mar 1 20:53:33.595: |SDN Sel/0:15 @31: RX <-
CONNECT_ACK pd = 8 callref = 0x000A
*Mar 1 20:53:40.045: |SDN Sel/0:15 Q31: RX <-
DI SCONNECT pd = 8 callref = 0x000A
Cause i = 0x8090 - Normal call clearing
*Mar 1 20:53:40.057: |SDN Sel/0:15 @@31: TX -> RELEASE
pd = 8 callref = 0x800A
*Mar 1 20:53:40.073: |SDN Sel/0:15 @31: RX <-
RELEASE_COWP pd = 8 callref = 0x000A
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dial-peer voice X pots
application mgcpapp
incoming called-number .
direct-inward-dial
port 1/0:15

A : X TFCisco IOSE M A12.3(7)THESMA , T8t Fapplication mgcpapp i - M A T X #F
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i sdn switch-type primary-net5
!
!
ccm manager fall back-ngcp

ccm manager ngcep

ccm manager config

nta receive maxi mumrecipients 0

!

controller E1 1/0 . pri-group timeslots 1-12,16 service
ngep

|

controller E1 1/1
!

|

!

interface Ethernet0/0
i p address 10.48.80.9 255.255.255.0
dupl ex auto

speed auto

|

interface Serial 1/0: 15
no i p address
no | oggi ng event |ink-status
isdn switch-type prinmary-net5
i sdn i ncom ng-voi ce voice
i sdn bi nd-13 ccm nanager
no cdp enabl e

|

1

call rsvp-sync

|

call application alternate DEFAULT

!--- For Cisco IOS® Software Release 12.3(14)T or later,
this command was replaced by the service conmand in

gl obal application configuration node. application
global service alternate Default Refer to Solution 1 for
the command syntax. ! voice-port 1/0:15 ! ngcp ngcp
dtnf-relay voip codec all npde cisco ngcp package-
capability rtp-package ngcp sdp sinple ! ngcp profile
default ! ! | dial-peer cor custom! ! I dial-peer voice
10 pots application ngcpapp incoming called-number .
destination-pattern 9T

direct-inward-dial

port 1/0:15

|
!
cal | - manager-fal | back
limt-dn 7960 2
i p source-address 10.48.80.9 port 2000
nmax- ephones 10
max-dn 32
di al pl an-pattern 1 704.... extension-length 4




keepal i ve 20
def aul t - desti nati on 5002
alias 1 5003 to 5002
call-forward busy 5002
call-forward noan 5002 tinmeout 12
time-format 24
|
1
line con O
exec-timeout 0 O
i ne aux

AR W TF&EEmN | AR R B RER,
UTREXBRXZFHXAMGREERE | METREEARSRSTHLR | ELEEARSRST

Configuring Basic Survivable Remote

Site Telephciy (SRST)

Segvamnesa Cheng

e Bl oRChEs i)
Krir

RO FrRHNEETATRINMENEEREERE T/,

i%?ﬁitﬂﬁﬁ%’%ﬁf%lﬂ ({XBRFEMAF ) TEHFEL show B F , FALIETUERX show H
H B2 4o

- show call-manager-fallback all — & R¥ECisco CallManager[EliE i8] P £& F1 Ff & Cisco IPERiE
. BEHOMNKRSNEENIFMARE.

. show call-manager-fallback dial-peer — & RCiscoCallManagerEl 1R #8134 & 3F 469 51 HH

- show ccm-manager fallback-mgep — & /RCisco CallManagerfR <525 & H Y 5RSF A AR
LIES
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