GE)

= CHAPTER

SDP API

Z ®EETIX, Session Description Protocol (SDP; v a ik~ a hajn) oar 7Y ARLIZHE
HW L7z APLIZOWTHBI LE$, SDP %, SIP Message &7 V=7 s &idiE- T, EARILFS|E LT
WohEd, Zokd, 27 U7 MEREIZ, Lua OXFHNT7 A4 77 ) OMREZFIAT 2 Z & 23 AlRE
T Lua XFHNT7 A4 77V ORKICINZ T, 222 b b SDP #EZ BT 27290 API 1 < 2
THELTWE T, Cisco APLIZXF T A 77 VICHEBEBIN S L E T,

A7 Y7 ¢ SDP Z#fE7 5121%, £9 Lua SIP Message 47 ¥ = 7 b TIN5 getSdp() API %
i L Lua SIP Message A7 V=27 b5 SDP a7 U Y KX EBEGTHIHLERH Y 3, TOH%
X, A7 V7 FAT Cisco APLICEHEENDXTHN T A7 TV 2fEH LT, SDP Z#{EFT& £7, BLE
Zfkx 75, SIP Message 47 ¥ =7 MIHEINTW5 setSdp(sdp) APl %M L. SDP % SIP
Message A7 V7 MIEEZRLET, 25D API OFEHIZ DN THE, kD [SIP A v&—V 0
APl 2L T 7230,

-- Get the SDP content body from the SIP message
local sdp = msg:getSdp ()

-- modification of the SDP happens at this point
-- Update the SDP associated with the SIP message
msg: etSdp (sdp)

vAanbix, SDP ZHET S L0 5 BT, lx DITB XA T ¢ TRLR K0TS, BIE, B0,
A, HIBRZ1TS APLZHEL TWET, ZOEDOLFEOEHSTIL, 2 b D Cisco APL IZ-DWTHL
HLET,

SDP DAEEDOIT a2 B L CTHIET 51 ﬁ%%ﬁ%ﬂa‘éiﬁxbi‘m%@% A7 U7 MEREIL, Hhie
SDP IZETERITNIER D A, uua:of EHAILDT=DIZ SDP DiEEZ > T < Z &3k
KRR AEECF, ML)/ SDP ICET 5 Z L1k, RARETIERWIC LT%&?&M\T@“ Hh72 SDP % #
fETH5ZEBAHETYT, TNOHDHELZSHEICEWT, XFHNR—2DT7 7 —FIMEFES L THET,

SDP Z#E9 572 Lua AP1 1L, REL QiFD L2007 AV IIHEINET,
o MTL~ULd API] : Z®—# D APl (%, SDP NOITEHE L THRIETE A L 51> TnET,
o [AF o TEIRL LD API]: —HD APIIZ.FFED AT 4 TR EBIET D720 DL D TT,

tyviay LoULOITOREIZE, fTLLO—ED API 2 L, A5 4 7R OEIEIZIE
F 4 TEIR L DO—E#D API A L E 4,

ITEBEAET 72 DICEE S 7o —i# D API OFIERIRIZ, By ay LXLVDITORIZRES LD D
FTTIEbHY A,
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ITLANILD API

Cisco API &Y

R DIT L~ Cisco API 23 ATRE T4,

o [getLine] (start-of-line, line-contains)

e [modifyLine| (start-of-line, line-contains, new- line)

» Tladdline] (new-line)

» [linsertLineAfter] (start-of-line, line-contains, new-line)

o [linsertLineBefore| (start-of-line, line-contains, new-line)

e [removeLine] (start-of-line, line-contains)

‘E-Iullg

B8

NG A—BD
NTA—=43
sdp

sdp /X7 A —#{%, SDP O Ao =307 TY, dilfEscs: (Nry, NnJ 22&) b
T RCERET, APLIL, sdp /37 A —Z |22\ T SDP #Hid& & — )i L £+
oo BIRDLFEHNE LTHWET, A7 U7 MEREIL, SDP O—F4 (7= &
ZIE, BEFAT 4 TRR72E) Z8ETL20ICZ0 APL 2 TEE7,

start-of-line

start-of-line /X7 A — %X, sdp NOITOREEET OIMHEH SN 5 LFHIT
T~ A7 U7 N Tk, ok i, To=). Ta=rtpmap:9) 72 &3 sdp W
DZOLFHTIEE 2 HmAOITOIMAG/MELE/HFA/HIBRICEHTEES, 20
LFHN T E DATPERAFACT D56 13 B DITIE T BRI G L e 0 £7,
ZDIRT A—HFIL, <char>=<string> & W IR > TWRITHIXZR D &
loo DED 2XFANRKLTES TR TUTRY A, ZONRTA—ZNT
DIERUT/2 > TORWEEIE, Tnil) NiRESHET,

line-contains

line-contains (X, [start-of-line] /XT A —ZI|ZHE L 723055 CRGET 51T
THRBETDH, BMO—5M4EE LTHEHR SN XFHITYT, nil Z#HELZH
4. line-contains |I—H 5L LTHEHEINEHA, TOHE, start-of-line
RG A =BT TORBIHEH S NET,

line-contains 7° nil T72i7 41X, start-of-line & line-contains O i 5 iR
WA S vET, SDP NICHRESEME () I—HT 2170 ERGFET 55
HBlx. mYOTTETPRENET,
ZONRFA—FZTEETDHZOEMO—BSEMENLERWEEIX, e LT
Mil] Z5 A&7 L CETHLERND Y 9,

new-line

new-line 1%, &M 7% sdp GRS 7= sdp) B/ HEAT 5 XTI TY,

EFEAPLIZ, ZNHDONRTA—FELTHELTHWVET, 20D, Byvary LULOITE A
FUAT VLRLVOITOMFEBRETEXET, TAEy Y ay L_XANRAT 4T LoUbnias U CEMER
EbobrZ EF3—db0 E¥A, FHC—BTHTEHRETHE, £1T7E \n (7213 \r\n) TKDD L

DELFET,

WRIA=FZRNOLFFINT b Lua D [wYy 7 v 77 %] LIFRRINEEAL, TTOILFA,
R R BRI —9R 79, T —r e LTifbnE T,
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getLine

sdp:getline (start-of-line, line-contains) returns string

ZDA Yy KX, sdp WO start-of-line THA%E L T34 line-contains % FF A1 0ITEK L E 7,
$l: SDP »5 c ITEM\L T, O—HLERICEE LTHRMALET,

RA9UTk
M= {}
function M.outbound INVITE (msg)
local sdp = msg:getSdp ()
if sdp
then
local ipv4 c line = sdp:getLine("c=", "IP4")
end
end
return M

FoE—v

INVITE sip:901@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.88
s=SIP Call

c=IN IP4 172.18.197.88

t=0 0

m=audio 24580 RTP/AVP 0 101

a=rtpmap:0 PCMU/8000

a=ptime:20

a=rtpmap:101 telephone-event/8000

a=fmtp:101 0-15

Hh I #HR

Local variable ipv4 c¢ line is set to "c=IN IP4 172.18.197.88\r\n"

modifyLine

sdp:modifyLine (start-of-1line, line-contains, new-line)

ZORAYw RiX, Tsdpl WT start-of-line TH#H T 517% % L £, line-contains /X7 X —# 7% nil T
ROWEEZ, ENHLEOITHNICFEL T DRERSH Y 3, —8T 51T (TR TXFEEET) B,
new-line X7 A —% CTEXHz bnE T, Hohi sdp BiRSNET,

BT DITBRAONERVGEIE, JTO sdp BAREFEO RS NET,

(E)  SDP O/L—LIZHEH 7201, new-line (13 \r\n (F7213\n) TR TT 50T Z8ET 5 2 & 21
LEY, 2=T 4 VT A IC X o TITR TPl SN D 2 &iddh b 8 A,

BARE SIP J@AtES K UEREHA K
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Bl : ROA—FIE, a=170 G.722 A—TFTv I %2 Fv FDOREL G722 ITEELET,

ATk

M= {}

function M.inbound INVITE (msg)
local sdp = msg:getSdp ()

if sdp
then
local g722 line = sdp:getLine("a=","G.722")

if g722 line
then

--Replace G.722 with G722. The dot is special and must be

o

--escaped using % when using gsub.

g722_ line = g722 line:gsub("G%.722", "G722")
sdp = sdp:modifyLine("a=", "G.722", g722 line)

msg:setSdp (sdp)

end
end
end
return M
Fyt—o

INVITE sip:901@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22
s=SIP Call

c=IN IP4 172.18.197.29

t=0 0

m=audio 23588 RTP/AVP 9 0 8 18 101
a=rtpmap:9 G.722/8000

a=ptime:20

a=rtpmap:0 PCMU/8000

a=ptime:20

a=rtpmap:8 PCMA/8000

a=ptime:20

a=rtpmap:18 G729/8000

a=ptime:20

a=fmtp:18 annexb=no

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-15

Hh I #HR

INVITE sip:901@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22
s=SIP Call

c=IN IP4 172.18.197.29

t=0 0

m=audio 23588 RTP/AVP 9 0 8 18 101

a=rtpmap:9 G722/8000

a=ptime:20

W BASEMA SIP BBRESELUVERLEACF
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a=rtpmap:0 PCMU/8000

a=ptime:20

a=rtpmap:8 PCMA/8000

a=ptime:20

a=rtpmap:18 G729/8000

a=ptime:20

a=fmtp:18 annexb=no

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-15

addline

sdp:addLine (new-1line)

DAYy Rk, SDP OFKJEIC new-line ZEM L £, SDP ®/L—/LIZHEH 72512, new-line 121%
\r\n (£7213\n) TRTTIHILFEIZIRET DL 2B LET, 20 APLIC L » TITHR T XFEN®
flEnsZ iEdv FEA,

%l : SDP OXEICEETZEBMLETY,
A9 YTk

M= {}

function M.outbound INVITE (msg)
local sdp = msg:getSdp ()

if sdp
then
sdp = sdp:addLine ("a=some-attribute\r\n")

msg:setSdp (sdp)

end
end
return M
ryt—

INVITE sip:901@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.88
s=SIP Call

c=IN IP4 172.18.197.88

t=0 0

m=audio 24690 RTP/AVP 0 101

a=rtpmap:0 PCMU/8000

a=ptime:20

a=rtpmap:101 telephone-event/8000

a=fmtp:101 0-15

BARE SIP J@AtES K UEREHA K
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HAh/ R

INVITE sip:90l@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.88
s=SIP Call

c=IN IP4 172.18.197.88

t=0 0

m=audio 24690 RTP/AVP 0 101
a=rtpmap:0 PCMU/8000

a=ptime:20

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-15

a=some-attribute

insertLineAfter

sdp:insertlLineAfter (start-of-line, line-contains, new-line)

ZDAY v RiX, sdp WT start-of-line THA%ZE L, 7237 line-contains /X7 A —Z DMEE I LT
FUTZ DITNIT line-contains b FFORHIOITEE L £9, RIZ, RoO0 > 724T7D% AT new-line % f
ALZET,

Bl : SDP MM la=) BE U [G729) ZFDOTORAIZITE 1 DHBALEY,

Ay )Tk

M= {}

function M.outbound INVITE (msg)
local sdp = msg:getSdp()

if sdp

then
sdp = sdp:insertLineAfter ("a=", "G729", "a=ptime:30\r\n")
msg:setSdp (sdp)

end
end
return M
ry—o

INVITE sip:901@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22
s=SIP Call

c=IN IP4 172.18.197.29

t=0 0

m=audio 21702 RTP/AVP 18 101

a=rtpmap:18 G729/8000

a=fmtp:18 annexb=no

a=rtpmap:101 telephone-event/8000

a=fmtp:101 0-15

B#EEM SIP ZRES LK UERELS F
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HAh/ R

INVITE sip:90l@rawlings.cisco.com:5080 SIP/2.0

Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22

s=SIP Call

c=IN IP4 172.18.197.29

t=0 0

m=audio 21702 RTP/AVP 18 101
a=rtpmap:18 G729/8000"M
a=ptime:30

a=fmtp:18 annexb=no

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-15

insertLineBefore

sdp:insertlLineBefore (start-of-line, line-contains, new-1line)

ZDA Y » RiL, sdp T start-of-line TH4A L,

72872 line-contains /X7 A — X NIFE I TV

HIEXZ DOFTHIC line-contains HEFORMOITZR L 7, WKIZ. RO ->7=1TDORIIC new-line Z A

bi‘d—o

5l - SDP R Ts=] {TORHIIZITZEZ 1 DEALET .

A9 YTk

M= {}

function M.inbound ANY INVITE (msg)
local sdp = msg:getSdp ()

if sdp
then

sdp= sdp:insertLineBefore("s=", nil,

msg:setSdp (sdp)

end
end
return M
rAy—o

SIP/2.0 200 OK
Content-Type: application/sdp

v=0

"e=nobody@cisco.com\r\n")

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22

s=SIP Call

c=IN IP4 172.18.197.29

t=0 0

m=audio 17774 RTP/AVP 9 101
a=rtpmap:9 G722/8000

a=ptime:20

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-15

| oL-23017-01-J
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HAh/ R

SIP/2.0 200 OK
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22
e=nobody@cisco.com

s=SIP Call

c=IN IP4 172.18.197.29

t=0 0

m=audio 17774 RTP/AVP 9 101
a=rtpmap:9 G722/8000

a=ptime:20

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-15

removeLine

sdp:removeline (start-of-line, line-contains)

ZDAYy RiX, Tsdpl WT Tstart-of-line] THA%A L, 7Z2¥7>> [lline-contains] /37 A — X D3a7E
SALTWAUXZE DITNIT Tline-contains| HFFORHDITEZR L £¥, —FEL72ATIE. sdp 22 HHIBRE
WET,

fil : Ta=rtpmap] & G729 OWMAEEELIT# SDP MBI LET,

Ay )Tk

M= {}

function M.inbound INVITE (msg)
local sdp = msg:getSdp()

if sdp

then
sdp = sdp:removeline ("a=rtpmap:", "G729")
msg:setSdp (sdp)

end
end
return M
ry—o

INVITE sip:901@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22
s=SIP Call

c=IN IP4 172.18.197.29

t=0 0

m=audio 25328 RTP/AVP 9 0 8 18 101
a=rtpmap:9 G722/8000

a=ptime:20

a=rtpmap:0 PCMU/8000

a=ptime:20

a=rtpmap:8 PCMA/8000

a=ptime:20

B#EEM SIP ZRES LK UERELS F
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AT4T

a=rtpmap:18 G729/8000

a=ptime:20

a=fmtp:18 annexb=no

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-15

Hh/#HR

INVITE sip:901@rawlings.cisco.com:5080 SIP/2.0
Content-Type: application/sdp

v=0

o=CiscoSystemsCCM-SIP 2000 1 IN IP4 172.18.197.22
s=SIP Call

c=IN IP4 172.18.197.29

t=0 0

m=audio 25328 RTP/AVP 9 0 8 18 101
a=rtpmap:9 G722/8000

a=ptime:20

a=rtpmap:0 PCMU/8000

a=ptime:20

a=rtpmap:8 PCMA/8000

a=ptime:20

a=ptime:20

a=fmtp:18 annexb=no

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-15

i LARJLD API

SDP A7 4 7 L-~yLTO® SDP OHAS E#EIZHEA SN APL IZkD LB Y TT,

SDP ol

WD SDP DHITIE, By ay LRNAVOIFERETRL, AT 47 LXAOITEFATRLTWET,

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

[2] m=video..

E® SDP O T, AF AT LRADA T v 7 AEFRICR->TOWET, 2747 LUL [1] 1,
FEHEATF 4T ORBTT, AT AT LV 2] I EFF AT 4 7 OB TT (AR LTOEREA),

AT o7 ZFTT_NT, N DB ELAL T v 7 AT,

Lo T, IO AT 4 TRRbBIEA T >

IR 2O0BIEA Ty 7 A2 &R0 ES, BLF, RAETT,

| oL-23017-01-J
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AT 4 TREBR LoUL T, RO APLMERI TE £,
o [getMediaDescription(media-level) |

e [getMediaDescription(media-contains) |

» [modifyMediaDescription(media-level, media-description)

» [modifyMediaDescription(media-contains, media-description)

» laddMediaDescription(media-description) |

» [linsertMediaDescription(media-level, media-description)

» [removeMediaDescription(media-level) |

* [removeMediaDescription(media-contains)

IRF A—2 DERA

INT A=A

SiE

sdp

sdp &7 ¥ =7 ME, SDP DA FH T, HICF (Nrl, Ny 72 L)
LI RTERET,

media-level

media-level /87 A —# %, SDP WD AT 4 Tk BRI 2720IEH S
DAVTIATT, AT w7 AL, 1 B ED ET, SDP NORMID A
FaTRRIF AT AT LU, 2908 AT 4T Loy 2 T, LR, A
%‘/G‘j‘o

media-contains

media-contains /X7 A —Z X, m AT T Bl : AT 4T X A7) BT
7O &SN 5 XF5TY,

7= & 2%, audio. video, message 72 EEMHA LT, AT 4 TRIBHNO m 17
2% media-contains fEIZ BRI —ET DR D AT 4 TRRBERFF L= 0 | &
ELZY, HIBRLIZY TEET,

media-description

media-description /X7 A — & (I, EEOAT & BB IA LIS (M)
BEO Nn)) Z2ELERMRAT 4 TRIBB A2 T2 CFHITT,

EEOITIE \\n) THRTIFLZEEBCHRELET, 2 b0 API 3T H
NRITHEE 2T % 2 MRIET, TF 2 Mo LTl s 2B+ 51—
ME—TH 0 /A, EBE, EEICL - TUL, FITORRIC N\ BDEENR
WIHAELHV ET, TNEMBERTIRRELTHEI ZEICED, WTho

F—AHBMBT LI ENTE, 2 O0OAL AN TOEBRS 2 HHHIZITZD
EWVWH MEMOH D FEENELRET (e ZE, N\\n) & Nn) (2Z85#
L7z, Z2OWETSEDVTHZ LRI EEDZ & TT),

WOILFHNE, TR AT 4 TRk —fFHTY,
"m=audio 18884 RTP/AVP 9\r\na=rtpmap:9 G722/8000\r\n"

LUBET, # AT ¢ 7B API OFEMIC OV TR L £,

~

GE) A>T v7 A (DFY media-level) 1T, T XTI NOHEEDAN T v 7 ATY,

W BASEMA SIP BBRESELUVERLEACF
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getMediaDescription(media-level)

getMediaDescription (media-level) returns media-description

ZDOAPLIZ, BELEAT 4T LAV DKED AT 4 Tk E RSS2 DIHHLET,
Bl : RIDAT 4 FEEBZERELT, O—HILERICEE LTHEHLET,

R Y Tk
M= {}
function M.outbound INVITE (msg)
local sdp = msg:getSdp ()
if sdp
then
local ml = sdp:getMediaDescription (1)
end
end
return M

ryt—o

v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 172.18.195.96\r\n
s=SIP Call\r\n
c=IN IP4 172.18.195.126\r\n
t=0 O0\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

[2] m=video..

Hh/ R

Local variable ml is set to a string

m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n

a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n

a=fmtp:18 annexb=no\r\n

a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

BARE SIP J@AtES K UEREHA K
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getMediaDescription(media-contains)

getMediaDescription (media-contains) returns media-description

Z ® API iZ, m 1TIZ media-contains & 2RI —HT A D EFFORFED AT « 7Ttk BT 2 DIz
R LET,

GE)  #BEO mAiTHA—HT58A1F. media-description & —EFTDHHD AT 4 TR TR SN ET,

Bl : m 171 Taudiol EVWSTHRMEETBRIDATA 7RBZEIMBF LT, O—HILERIZEEL
THRMLET,

A9 YT+
M= {}
function M.outbound INVITE (msg)
local sdp = msg:getSdp()
if sdp
then
local audio = sdp:getMediaDescription ("audio")
end
end
return M

FoE—v

v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 172.18.195.96\r\n
s=SIP Call\r\n
c=IN IP4 172.18.195.126\r\n
t=0 O0\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

[2] m=video..

Hh 1 #HR

Local variable audio is set to a string

m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n

a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n

a=fmtp:18 annexb=no\r\n

a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

B#EEM SIP ZRES LK UERELS F
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modifyMediaDescription(media-level, media-description)

modifyMediaDescription (media-level, media-description)

O APLIE, BBELTEAT AT VNLVDOREDAT 4 TR ZEIET 2 DIEH L ET,
fil : Ta=ptime:20\\n] BT HKEBFFA T« FEEBIOSHIBRLET,

RA9UTk

M= {}

function M.outbound INVITE (msg)
local sdp = msg:getSdp ()

if sdp
then
local ml = sdp:getMediaDescription (1)
if ml
then
ml = ml:gsub("a=ptime:20\r\n", "")
sdp = sdp:modifyMediaDescription(l, ml)
msg:setSdp (sdp)
end
end
end
return M

ERERIDA v E—

v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 172.18.195.96\r\n
s=SIP Call\r\n
c=IN IP4 172.18.195.126\r\n
t=0 O0\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

[2] m=video..

EREROA v -

After normalization, the SDP would contain:

v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 172.18.195.96\r\n
s=SIP Call\r\n
c=IN IP4 172.18.195.126\r\n
t=0 0\r\n
[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=rtpmap:18 G729/8000\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n
[2] m=video..
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modifyMediaDescription(media-contains, media-description)

modifyMediaDescription (media-contains, media-description)

Z® APl L., m 1TIC media-contains & FERIC—EHT LM AR ORED AT 4 TRBEEET D DIC
EHRLET, B0 m TN~ 5541%. media-description & —E T 2HMD AT « 7B IZ 1T A
BEIRET,

fil : Ta=ptime:20\n\n] BT HKEBFFA T« FREBIOSHIBRLET,

RA9UTk

M= {}

function M.outbound INVITE (msg)
local sdp = msg:getSdp ()

if sdp
then
local audio = sdp:getMediaDescription ("audio")
if audio
then
audio = audio:gsub ("a=ptime:20\r\n", "")
sdp = sdp:modifyMediaDescription ("audio", audio)
msg:setSdp (sdp)
end
end
end
return M

ERIERIDOA v E—

v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 172.18.195.96\r\n
s=SIP Call\r\n
c=IN IP4 172.18.195.126\r\n
t=0 0\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

[2] m=video..

EREEDOA v E—D

v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 172.18.195.96\r\n
s=SIP Call\r\n
c=IN IP4 172.18.195.126\r\n
t=0 O0\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

[2] m=video..

B#EEM SIP ZRES LK UERELS F
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||

addMediaDescription(media-description)

addMediaDescription (media-description)

CDOAPLIE, 1 DDAT 4 TRBEREDAT 4 TRk E L TGEMT 20IEHLET,

Bl -

ZOAZ YT NI, FEINVITE L ET A AT o TRBZHIBRL T, RFELET, ZORZ7 U7 b

TH, EFF AT 4 TRBN2OHD AT 4 TRHRABTHDZ & &AHRE LTWET, ST 5B

BIZOWTIE, 207 V7 M, SN TWAETE AT 4 7R EZBE L, R—1+4% 0 IC&RTE

L. ZDOXAT 4 7k % %(5 SDP (B L £7,

A9 YTk

M= ()

function M.inbound INVITE (msg)
local sdp = msg:getSdp ()

if sdp
then
local video = sdp:getMediaDescription(2)
if video
then
--remove the video media description
sdp = sdp:removeMediaDescription (2)
--store video media description
local context = msg:getContext ()
context ["video"] = video
msg:setSdp (sdp)
end
end
end

function M.outbound ANY INVITE (msg)
local sdp = msg:getSdp ()
--assume other side is expecting video before audio when there is
--a video m-line in the SDP

if sdp
then
local context = msg:getContext ()
local video = context["video"]
if video
then
--set port to zero in SDP answer
video = video:gsub ("video %d* RTP", "video O RTP")
sdp = sdp:addMediaDescription (video)
msg:setSdp (sdp)
end
end
end
return M

FHRILRDA v E—D

INVITE SDP .

v=0\r\n
o=- 2000 3 IN IP4 10.10.10.100\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.100\r\n
t=0 0\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n

BARE SIP J@AtES K UEREHA K
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a=ptime:20\r\n

a=rtpmap:18 G729/8000\r\n

a=ptime:20\r\n

a=fmtp:18 annexb=no\r\n

a=rtpmap:101 telephone-event/8000\r\n

a=fmtp:101 0-1\r\n
[2] m=video 32068 RTP/AVP 112 113 114\r\n

b=TIAS:4000000\r\n

a=rtpmap:112 H264/90000\r\n

a=fmtp:112
profile-level-i1d=4D8028;packetization-mode=1;max-mbps=243000;max-£s=8100\r\n

a=rtpmap:113 H264/90000\r\n

a=fmtp:113 profile-level-id=42400D;packetization-mode=1;max-mbps=11880;max-fs=396\r\n

a=rtpmap:114 H264/90000\r\n

a=fmtp:114 profile-level-1d=42400D;packetization-mode=0;max-mbps=11880;max-£fs=396\r\n

a=sendrecv\r\n

\r\n

200 Ok SDP

v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 10.10.10.1\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.200\r\n
t=0 0\r\n

[1] m=audio 16007 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n
\r\n

FREEOAvE—D

INVITE SDP

v=0\r\n
o=- 2000 3 IN IP4 10.10.10.100\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.100\r\n
t=0 O0\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n
\r\n

200 Ok SDP

v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 10.10.10.1\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.200\r\n
t=0 O\r\n
[1] m=audio 16007 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n
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[2] m=video 0 RTP/AVP 112 113 114\r\n
b=TIAS:4000000\r\n
a=rtpmap:112 H264/90000\r\n
a=fmtp:112
profile-level-id=4D8028;packetization-mode=1;max-mbps=243000;max-£s=8100\r\n
a=rtpmap:113 H264/90000\r\n
a=fmtp:113 profile-level-i1d=42400D;packetization-mode=1;max-mbps=11880;max-£fs=396\r\n
a=rtpmap:114 H264/90000\r\n
a=fmtp:114 profile-level-id=42400D;packetization-mode=0;max-mbps=11880;max-fs=396\r\n
a=sendrecv\r\n

\r\n

insertMediaDescription(media-level, media-description)

insertMediaDescription (media-level, media-description)

ZDOAPLIL, FBELIZAT AT LULD AT 4 TR A BINT2DIHER L £,
Bl: Avt—C AT TFRRiEE. ThH SDP HORID A T« PERRICEDKSICHEALET,

A9 VTk
M= {}
function M.outbound INVITE (msg)
local sdp = msg:getSdp ()
if sdp
then
local message = "m=message 1234 sip:alice@10.10.10.100\r\n"
sdp = sdp:insertMediaDescription(l, message)
msg:setSdp (sdp)
end
end
return M

EREFIDOA v E—D

INVITE SDP

v=0\r\n
o=- 2000 3 IN IP4 10.10.10.100\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.100\r\n
t=0 O0\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

FERIEEDA v E—D

INVITE SDP

v=0\r\n
o=- 2000 3 IN IP4 10.10.10.100\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.100\r\n
t=0 0\r\n
[1] m=message 1234 sip:alice@10.10.10.100\r\n

| oL-23017-01-J
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[2] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n

removeMediaDescription(media-level)

removeMediaDescription (media-level)

ZOAPLIE, BBELIEAT AT LRXULDAT 4 TR EFHIRTA20I2HEH LET,

il -

lfaddMediaDescription(media-description) ] IZR STV AHHIZSRL T ZIV, ZOflX

removeMediaDescription M L T\ E T,
removeMediaDescription(media-contains)

removeMediaDescription (media-contains)

Z® APl 1%, m 1TIC media-contains & FERIC—HT DO EREORTE DO AT 4 TR 2 HIBRT 5 DI

AL ET.

GE)  BHEO mTHA—%T 58413, media-description & —ETHRHD AT 4 THBIZTBHIBRINLET,

B -

ORI YT NI, EEINVITE "L ET A AT 4 TRRBZHIBR LT, (RGELET, ST 2REIG
BIZOWTIE, ZOAZ VPRI, SN TWAET A AT 4 TR EzEE L, R— %2 0 ITHRTE

L. £0O A7 ¢ Ttk %15 SDP IZEM L £,

ATk

M= {}

function M.inbound INVITE (msg)
local sdp = msg:getSdp ()

if sdp
then
local video = sdp:getMediaDescription ("video")
if video
then
--remove the video media description
sdp = sdp:removeMediaDescription ("video")
--store video media description
local context = msg:getContext ()
context ["video"] = video
msg:setSdp (sdp)
end
end
end

function M.outbound ANY INVITE (msg)
local sdp = msg:getSdp ()
--assume other side is expecting video before audio when there is

W BASEMA SIP BBRESELUVERLEACF
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--a video m-line in the SDP

if sdp

then
local context = msg:getContext ()
local video = context["video"]
if video
then

--set port to zero in SDP answer
video = video:gsub ("video %d* RTP", "video 0 RTP")
sdp = sdp:addMediaDescription (video)
msg:setSdp (sdp)
end
end
end
return M

FRIEFDA v E&—2

INVITE SDP

v=0\r\n
o=- 2000 3 IN IP4 10.10.10.100\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.100\r\n
t=0 0\r\n
[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n
[2] m=video 32068 RTP/AVP 112 113 114\r\n
b=TIAS:4000000\r\n
a=rtpmap:112 H264/90000\r\n
a=fmtp:112
profile-level-1d=4D8028;packetization-mode=1;max-mbps=243000;max-fs=8100\r\n
a=rtpmap:113 H264/90000\r\n
a=fmtp:113 profile-level-i1d=42400D;packetization-mode=1;max-mbps=11880;max-fs=396\r\n
a=rtpmap:114 H264/90000\r\n
a=fmtp:114 profile-level-i1d=42400D;packetization-mode=0;max-mbps=11880;max-fs=396\r\n
a=sendrecv\r\n

\r\n
200 Ok SDP

v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 10.10.10.1\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.200\r\n
t=0 0\r\n

[1] m=audio 16007 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n
\r\n
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EREEDOAvE—D

INVITE SDP

v=0\r\n
o=- 2000 3 IN IP4 10.10.10.100\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.100\r\n
t=0 O\r\n

[1] m=audio 18884 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:18 G729/8000\r\n
a=ptime:20\r\n
a=fmtp:18 annexb=no\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n
\r\n

200 Ok sSDP

v=0\r\n
o=CiscoSystemsCCM-SIP 2000 3 IN IP4 10.10.10.1\r\n
s=SIP Call\r\n
c=IN IP4 10.10.10.200\r\n
t=0 O0\r\n
[1] m=audio 16007 RTP/AVP 9 18 101\r\n
a=rtpmap:9 G722/8000\r\n
a=ptime:20\r\n
a=rtpmap:101 telephone-event/8000\r\n
a=fmtp:101 0-1\r\n
[2] m=video 0 RTP/AVP 112 113 114\r\n
b=TIAS:4000000\r\n
a=rtpmap:112 H264/90000\r\n
a=fmtp:112
profile-level-1d=4D8028;packetization-mode=1;max-mbps=243000;max-fs=8100\r\n
a=rtpmap:113 H264/90000\r\n
a=fmtp:113 profile-level-i1d=42400D;packetization-mode=1;max-mbps=11880;max-fs=396\r\n
a=rtpmap:114 H264/90000\r\n
a=fmtp:114 profile-level-id=42400D;packetization-mode=0;max-mbps=11880;max-fs=396\r\n
a=sendrecv\r\n

\r\n
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