GLOSSARY

A

AAA FORE. FFF. 2=Ft (Authentication, Authorization, and Accounting) , AAA %, Cisco /L—F T 7 X ¥ —
NEET 722Gl ERET DO LB AEZRET 5 1Oy hU—7 EX a2 T 4 —E X,

ANI H &% 5% 5] (automatic number identification)

B

BTXML Basic telephony extensible markup language,

C

CAS Fy VY 71 U /" (Channel-associated signaling) ,

CCAPI a— VT 7V r—ay a s oI 4% —7 A A (Call control applications programming
interface) ,

CLI av U RIA4 2 4 ¥ —7 x4 A (Command-line interface)

Cco > h TV A7 4 A (Central office)

CPE AR EPEEE (customer premises equipment) , FEAERFEAEAE L, ARV A MIFRE L T, BIERLOE
REAME I B S D IR, SRREEE, ARG, BT A L

CSM a—)L AA vF 7 EYa—/L (Call switching module)

D

AL XNVET 7 RUAAHE/R 2 — VD RRA > b, Voice over IP (VoIP) TiX, # A ¥ /LETIZIE POTS & VoIP

(dial peer) D2ODEATHRDD,

DNS RAA 2 F—2h AT A (Domain Name System), H.323ID, URL, £72/ZEA—/VIDZIP 7 KL &
BT DO END, DNS A LT, YE—bF = F¥—R—%RO070, £OIP T KL
AEEHRAA VDORA MW~y TTHZEHTED,

DNIS BEEZEFHEH Y —Y A (5E%E) (Dialed number identification service (the called number) ),

DSP T YHXNVEET vt vH (Digital signal processor) ,

DTMF F a2 7 v b= #EJE RS (Dual tone multifrequency) .
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E

E.164 ERALEXBEERSFE, EEFTOMBEEZIY O ITU-TIZ &> TRE IR,

E&M 5515 RBS ¥ 71U 7 (Bar and mouth RBS signaling) ,

TV RRA VB SIPMREFIZF— P T xAf, T2 RBEAL Y M, a—LORBEENTEX, /- FHA N — 204K

(endpoint) RETHTED,

G

Yl Ny =tz Tu baEERTHZEICLY, SIP 721X H.323 OBk, o7 v koL s HERL

(gateway) LCRESNTmALBETEHELIICT S, F'—FU=A T, BERZBINTa—ABZ L a—R
S, IP ATy MRy =Y E b,

H

H.323 Ry N R=ADET A, BE, T4 RmABE L, EERESEEHS (International
Telecommunication Union) (ITU-T) O#E#E, H.323 (FEFEMNREREL LT, SBI AT LOT —F%T 7
Frxaml, EREOTm Fa a2 ERT D00, moERE (H245, H225.0, Q931) ZHAHIZEM
LTW5,

H.323 RAS ek, FFAT. B L OURIL (registration, admission, and status) , RAS ¥ 27+ VU > ZH§EEIX. VoIP ¥ — 7 =
A &= MR — "—[T, BEk, T, FEEEE, RRHE. IVEELOFIEE FEITT D,

|

IVR *EERE  HEUGZ (Interactive voice response) o a4 A YA 95 & IVR 1L, BAFRLE =
(PIN) Z2&E%FRT L7 v 7 FCINET D,

L

LEC ik O EEEE 2 (Local exchange carrier)

gk —ayP— SIPUEZALT MV —=NEFTexy 3—NF, nr—Tar 3= R&FH LT, BEEDNEIC

(location server) B4 AERAEAFTSH, ar—ary —ERF, vr—3 gy =Nk Tiftan s,

M

MF HWEEWEE F— 1%, 6 DOEEENHREY . 0~ 9 DL KP/ST >/ FLr2kT 00D, 2 DDOREK
HOMIEW % 15 R 5,

% ek L O 1 OOEEILENLEROIIZT e har F—4% 2=y  (PDU) ZEkT57rEA, Z07TrkR

(multicast) DEBEOAN=AL (22X IPYALTFXY AL, vV TF =%y XM E) I, LANT 7 /Jay—
ko TRLR S,

2 NFRBA v b= ZURKRAU IR, AT 47 AR —A0BEOavt—%, BB O RERA v MIEET 5,
Fx R b PDU kD7 vt A, vV FHFyx A Y R—FLRVRy NT—=7TE, TABKLETH D,
(multipoint-unicast)
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N

/7 — K (node)

PDU

POTS

ruFxy h—nN

(proxy server)

PSTN

R

YEA LT b

(redirect server)

Glossary M

RAS ZHH L CH — b —R—=L@ET A2 H32 0T 4T 4, e 2E R, 7axy F—ho=x
AR EDT L RRA 2 b,

Ty VR REIRET DO T 5 e bar F =2 2=y |,

— W ERE Y — B A (plain old telephone service), FEHEH —[AIFLEEREM, EREEIFR, BIOPSTN ~DO7T 7
TR BRI D EAEFE T — X,

D7 47 MR TEREZITI DI, Y—_E7 T4 T FOWE LTEHSHHT e 7 Z
Lo BRI, AEITHLEND 2 8 b, (T@sz?ﬁf“) DI —NZESNDZ b H D, FrFid
BRA v —VEMHRL, BELREAIE, ThaeHSEL TRET D,

INRAZHAEEZENE  (public switched telephone network) , PSTN (&, MU D EZES4LE £ T,

VEA VY b H—oNE, SIPEREZZIT AN, TOT FLAZEalE-013 1 HULEOHHRT FL AR
~ v 7L, ENLDT RLVAREZ TA T MIET, MED SIP EREZRBLIZY, a—VE2ZE L
D452 EiERu,

B — Bkt — %, BEREREZZITANS YV —TH B, Big— N\3lgE, ey =" XA 1Ly

(registrar) M = _ERIUGETICE M, v —Yar =X 2Rt 52 TE D,

RAS Bk, A, BEXORREBE T2 ba, ZoFo hant, =2 RRA Vb EF— FF——TE
PR A EATT A A S5,

RBS Ay h 7 F U 7 (Robbed-bit signaling) .

S

SIP v g UBtA T e b 2L (Session Initiation Protocol), H.323 Mt & LT, IETF MMUSIC CK[EH T
EERIFTIAE R B S TIE) 1L o THE SN2 h=an, SIPH#EREIZ. IETF RFC 2543 (1999 4F 3 A 3
17) ICHEHL L T D,
SIPIZIZ. IP XY hU—2 2N LIEEF, BAXOSAF AT 4T a— VO 7T ) 74570
DT Ty N7 =PRI TS

SPI P — B RMF A X —T = A A (Service provider interface) ,

T

TDM oy HE 5 (Time-division multiplexing) , HHICEI D B THNIZZ A LA T > MIESWT, BEO
F ¥ 2L OERE, B EOEIRIFIZE Y éufé LR TXAEE, FOMEKICEET—F N
HDIMEIDITERRL, HF v FUTHIRERE Y Y Toh b,
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U

a—HF -V UAS 2B,
(user agent)

UAC a—Y =—V x> b 77472 (Useragentclient), = —% =—Y x>k 7F 47> b, SIP Bk
BRI 0TA T N T TV r—varThD,

UAS 22— ==V b Y= (FllFa—% =— = k) (Useragent server (F7-1% user agent)), L—
Yo=Yz b P—NE SIP EREZE L L I —PFICERB L, 2—FITRb> TULEE R,
YT TV =2 aThb, BT, BEROZH, HEG, BEOWTINTHD,

VoIP Voice over IP, POTS & [AlkOFERENE, BN, TR ME MR LA D, BF OEEFNOFH % IP
R—ZDA B =3y Faf L TaikT 5808, VoIP X, GiEMNAMETHY ., WFT. IPEF T
T 4 v 7ITHkT D Cisco HDBEHENR—2 (7= L z2iF, H323) OT7 Fu—F%2E£7T,
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