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1. [Device] > [Device Setting] > [SIP Normalization Script Configuration]iCcBEL . RICRT &
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SIP Normalization Script Configuration Related Links

B Save L;J—E' Impart File

@ Status: Ready
r SIP Normalization Script Info
Mame* tes_script
Description
Content™® M={}
function M.outbound_INVITE{ms=g)
-- Replacing the Anonymous from From Header
local from = msg:getHeader("From")
local newfrom = string.gsub(from, "Anonymous”™ ,"1111")
msg:modifyHeader("From”, newfrom)
end
return M
e
Script Executien Error Recovery Action® Message Rollback Only v
System Resource Error Recovery Action™® Disable Script v
Memory Threshold® 50 kilobytes
Lua Instruction Threshold* 1000 instructions

| Save | | Import File |

2. [Device] > [Trunk]icBBIL £ ¥,
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FEEZ[Apply Configlic#tFTRZ >0 Z )Y RUTRELET,

—MNormalization Script

Mormalization Script | test_script ¥

#| Enable Trace

Parameter Name Parameter Value
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1. [Device] > [Device Setting] > [SIP Normalization Script]ic# 8 L . [New Script]Z &ML £

2. [Device] > [Device Setting] > [SIP profile]ic BBILE ¥, ROV ~NZ2EATSSIP7O7 7
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M= {}
function M.outbound_INVITE (msg)
-- Replacing the Anonymous from From Header
local from = msg:getHeader ("From")
local newfrom = string.gsub(from, "anonymous" ,"1111")
msg:modifyHeader ("From", newfrom)
end

return M
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local from = W 433 N — A

msg:getHeader("From") FromXy =2 OB ZO0—HILEBBEXTRELET
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M= {}
function M.inbound_INVITE (msg)
msg:removeHeader ("Cisco-Guid")
end

return M
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M= {}
function M.outbound INVITE (msg)
msg:addHeader ("Allow", "INFO")
end

return M
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local sdp = msg:getSdp()
-- modification of the SDP happens at this point
-- Update the SDP associated with the SIP message

msg: etSdp (sdp)
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M= {}

function M.inbound_INVITE (msg)
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local sdp = msg:getSdp ()

if sdp
then
local g722_1line = sdp:getLine("a=","G.722")

if g722_1line
then

--Replace G.722 with G722. The dot is special and must be escaped using %
when using gsub.

g722_1line = g722_line:gsub("G%.722", "G722")
sdp = sdp:modifyLine("a=", "G.722", g722_1line)
msg:setSdp (sdp)
end
end
end
return M
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- https://www.cisco.com/c/en/us/td/docs/voice_ip_comm/cucm/sip_tn/8 5_1/sip_t n/8-trace.html

- https://supportforums.cisco.com/t5/collaboration-voice-and-video/a-guide-to-sip-normalization-
on-cucm-and-lua-scripting/ba-p/3099409
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