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-Status

@ Status: Ready

-Asszociation ~Phone Type
i ':::J.Mjﬂﬂlﬂﬂ.ﬁﬁ Product Type: CTI Remote Device
2 wmeline [2]- Addanew DN | - geal-time Device Status

Registration: Registered with Clsco Unified Communications Manager
IPvd Address:

~ Device Information

E Dravice 15 Active
ﬂl Device Is not trusted

Active Remobe Destination 3001

Ownaer Lser 1D* testuser]
Device Name* CTIRDtestuser]
Description
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Status
[@ Status: Ready

CTIR te Device r Remote Destination Information
Line Line Association Name JabberRD
Line [1] - 1001 in Phones Destination Number* 3001
Owner User ID* testuserl il
| Enable Unified Mobility features
Remote Destination Profile™® -- Not Selected -- =
single Number Reach Voicemail Policy * Use System Default -

Enable Single Number Reach
Ring this phone and my business phone at the same time when my business line(s) is dialed.
Enable Move to Mobile
If this is a mobile phone, transfer active calls to this phone when the mobility button on your Cisco IP Phone is pr
V| Enable Extend and Connect
Allow this phone to be controlled by CTI applications (e.g. Jabber)
CTI Remote Device™® CTIRDtestuser1

— Timane Tuf.




- COBITIRR. VE-—MEREZESELT001EFEALTVET, COUE—NERAESE
. SNERES (JabberAFBEBRENTVWABCUCMY ZARXDATDES, LEAFRHOTLT #
T—2ATLBRE ) CTRRBENHYEXRT
ATYZ3ICTIRDZA7 74N EIY RI—HICHENITET,

— Device Information

Controlled Devices BOTTEST1 -
CIPCTEST1

CSFTEST1

CTIRDtestuseri

AT Y 7 4:Jabberlzd% 4 > F % &, Extend and ConnectT /N1 AZEA T 3 &S I(CJabberE:E
H—ERAERETRD AT AN RRENFTET (I-IILICBEEOBESEEALET ), [Edit
number] A7 7> 3> 2 EATIHERF. ILLWBESIC—HBITZIL—MNE—2HFUETT,

Recents

tactucard el oo conn

[=] Use my computer for calls b

IE§ Use my desk phone for calls

Y. Disable phone services Edit number...

®_ Forward calls to v Delete number

—-—

 RBKLTEHGETNA AZFEHA TSI RS (CJabberZiRET D E, XOKDICERFT7AAN
JabberlCRRENE T,

testuser=@cisco.com

More




xY MIO—OK

. RORIZ, FK{EJabber Extend and ConnectA—J)LO—J)L7O0—%RLET

Temarke
ol el
g il [
B g iy
- == N ol
8. Call Offered
9. Call Answered Medma Connected 2 Call Initiate o~
7. Call Answerad —d \
f |
\ 3. Call Offered ~ PSTN :'*
Cisco |IP Phone

L !
= >,
o o

DN = 2000 'Y - S
RD —+1 408 555 5555 | - 6. Call Ay
\RD —+1408 777 7777 | Answered | PEX
DN - 1000 ! ' 2
1. Make Call
I
5. Call Answered ; il Offored
%\ To Remote Destination
| Remate Remote |
Destination Destination
»| =
+1 408 555 5555 +1 408 777 7777

Sorl i A ctbon Rmetn
Destimaticn

NSTILa—-F142T00H

CcOBITRE, VE—MERE( "Z0MHOES, )HNB>2>TEH, REAFSERTRENEL A,
SO, BENMNBOBEBZEHRFEBERE TSN, £l [Extend and Connect]ZFERL T
Jabber&E BFET2H ZXBITE £ A, Extend and ConnectZfEH T2 &, CUCMIFU E—KF
NAAANOI=I)LZRBL. 74 NTREREEBHREZEZELEEA.

RDBESDMOIRS & TEHFOH L OR®ET, [CallingPartyNumber]7 1 —)L RA'ZETH S
EEMRETEFT,

16766318.007 |19:17:23.127 |AppInfo |Digit analysis: patternUsage=5

16766318.008 |[19:17:23.127 |AppInfo |Digit analysis: match(pi="1", fgcn="", cn="",plv="5",
pss="test:Phones", TodFilteredPss="test:Phones", dd="3001",dac="0")

16766318.009 |[19:17:23.127 |AppInfo |Digit analysis: analysis results

16766318.010 |19:17:23.127 |AppInfo ||PretransformCallingPartyNumber=

|callingPartyNumber=

|DialingPartition=Phones

|DialingPattern=3001



|FullyQualifiedCalledPartyNumber=3001
|DialingPatternRegularExpression=(3001)
|DialingWhere=

| PatternType=Enterprise

| PotentialMatches=NoPotentialMatchesExist
|DialingSdlProcessId=(0,0,0)

| PretransformDigitString=3001

| PretransformTagsList=SUBSCRIBER

| PretransformPositionalMatchList=3001
|CollectedDigits=3001

| UnconsumedDigits=

| TagsList=SUBSCRIBER

| PositionalMatchList=3001

| VoiceMailbox=
|VoiceMailCallingSearchSpace=Global Learned E164 Numbers:Directory URI:Phones
|VoiceMailPilotNumber=88800
|RouteBlockFlag=RouteThisPattern

| RouteBlockCause=0

| AlertingName=

| UnicodeDisplayName=

| DisplayNameLocale=1

| overlapSendingFlagEnabled=0

|WithTags=
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16766935.001 |19:17:25.831 |AppInfo |SIPTcp - wait_SdlSPISignal: Outgoing SIP TCP message to
10.66.87.204 on port 5060 index 1146

[1276581,NET]

INVITE sip:3001@10.66.87.204:5060; transport=tcp SIP/2.0

Via: SIP/2.0/TCP 10.66.87.195:5060;branch=z9hG4bK6dae5b551945

From: "VoiceConnect"

;tag=634549~59c9cdbc-724d-e1f0-017a-a8992d4£fc521-19395629
To: <sip:3001@10.66.87.204>;tag=325889~2a8670d1-cf49-4a53-ae8f-36c41a8e75¢cf-23913736
Date: Thu, 18 May 2017 09:17:25 GMT
Call-ID: cbeB81900-91d166a3-6d704-c357420a@10.66.87.195
Supported: timer,resource-priority,replaces
User-Agent: Cisco-CUCM10.5
Allow: INVITE, OPTIONS, INFO, BYE, CANCEL, ACK, PRACK, UPDATE, REFER, SUBSCRIBE, NOTIFY
CSeqg: 105 INVITE
Max-Forwards: 70
Expires: 180
Allow-Events: presence
Call-Info: <urn:x-cisco-remotecc:callinfo>;x-cisco-video-traffic-class=VIDEO_UNSPECIFIED
Supported: X-cisco-srtp-fallback
Supported: Geolocation
Session-Expires: 1800;refresher=uas
Min-SE: 1800
P-Asserted-Identity: <sip:1003@10.66.87.195>
Remote-Party-ID: <sip:1003@10.66.87.195>;party=calling; screen=yes;privacy=off
Contact: <sip:10.66.87.195:5060; transport=tcp>
Content-Length: 0
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16759993.008 |19:12:08.414 |AppInfo |Digit analysis: match(pi="1", fgcn="",

pss="test:Phones", TodFilteredPss="test:Phones", dd="3001",dac="0")
16759993.009 |19:12:08.414 |AppInfo |Digit analysis: analysis results
16759993.010 |19:12:08.414 |AppInfo ||PretransformCallingPartyNumber=
|callingPartyNumber=777777

|DialingPartition=Phones

|DialingPattern=3001

|FullyQualifiedCalledPartyNumber=3001
|DialingPatternRegularExpression=(3001)

|DialingWhere=

| PatternType=Enterprise

| PotentialMatches=NoPotentialMatchesExist
|DialingSdlProcessId=(0,0,0)

| PretransformDigitString=3001

| PretransformTagsList=SUBSCRIBER

| PretransformPositionalMatchList=3001

|CollectedDigits=3001

| UnconsumedDigits=

| TagsList=SUBSCRIBER

| PositionalMatchList=3001

| VoiceMailbox=

|VoiceMailCallingSearchSpace=Global Learned E164 Numbers:Directory URI

|VoiceMailPilotNumber=88800
|RouteBlockFlag=RouteThisPattern
| RouteBlockCause=0

| AlertingName=

| UnicodeDisplayName=

| DisplayNameLocale=1

| overlapSendingFlagEnabled=0
|WithTags=
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16484506.001 |18:32:10.720 |AppInfo |SIPTcp - wait_SdlSPISignal: Outgoing SIP TCP message to

10.66.87.204 on port 5060 index 951

[1255331,NET]

INVITE sip:3001@10.66.87.204:5060 SIP/2.0

Via: SIP/2.0/TCP 10.66.87.195:5060;branch=z9hG4bK6bd621bee81d7
From: "VoiceConnect™"

ag=624206~59c9c4dbc-724d-e1f0-017a-a8992d4£c521-19395539
To: <sip:3001@10.66.87.204>
Date: Wed, 17 May 2017 08:32:10 GMT
Call-ID: 506b6680-91cl0aB8a-6badd-c357420a@10.66.87.195
Supported: timer,resource-priority,replaces
Min-SE: 1800
User-Agent: Cisco-CUCM10.5

Allow: INVITE, OPTIONS, INFO, BYE, CANCEL, ACK, PRACK, UPDATE, REFER, SUBSCRIBE, NOTIFY

CSeqg: 101 INVITE
Expires: 180

:Phones

cn="",plv="5",



Allow-Events: presence, kpml

Supported: X-cisco-srtp-fallback,X-cisco-original-called

Call-Info: <sip:10.66.87.195:5060>;method="NOTIFY;Event=telephone-event;Duration=500"
Call-Info: <urn:x-cisco-remotecc:callinfo>;x-cisco-video-traffic-class=VIDEO_UNSPECIFIED
Cisco-Guid: 1349215872-0000065536-0000000144-3277275658

Session-Expires: 1800

P-Asserted-Identity: "VoiceConnect" <sip:777777@10.66.87.195>

Remote-Party-ID: "VoiceConnect" <sip:777777@10.66.87.195>;party=calling;screen=yes;privacy=off
Contact: <sip:777777@10.66.87.195:5060; transport=tcp>;isFocus

Max-Forwards: 70

Content-Length: 0
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